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What is Apsis SIP PBX ?

• Voice PBX , conference gateway and 
IVR platform

• Supports SIP, H323, MGCP, SCCP, IAX, 
IAX2

• Connected to PSTN gateways,it offers a 
complete multi carrier solution for 
outgoing calls. (Low cost routing)



Applications

• Replaces traditional PABX offering PBX 
trunking and extended mobility solutions 

• Voicemail and conference bridge
• ACD Queues (Automatic Call Distribution)
• IVR Applications ("press x for sales")
• File playback
• Scripting for simple applications (DB, E.164 to 

ENUM)
• Dynamic dial plan based on low cost routing



Main architecture
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What Apsis can provide

– VoIP services consulting.
– IT research and selection of the best product for our 

customers.
– VoIP clients, IP phones and port adapters.
– Setup and maintenance of network devices.
– Security policies consulting.
– Analisys, system integration and review in order to 

upgrade existing architecture to VoIP. 
– System hardening. 
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